arXiv:2304.07120v2 [cs.IT] 17 Apr 2023

Resource Allocation and Passive Beamforming for IRS-assisted URLLC Systems

Yangyi Zhang, Xinrong Guan, Qingqing Wu, Zhi Ji, and Yueming Cai

Abstract—In this correspondence, we investigate an intelligent reflective surface (IRS) assisted downlink ultra-reliable and lowlatency communication (URLLC) system, where an access point (AP) sends short packets to multiple devices with the help of an IRS. Specifically, a performance comparison between the frequency division multiple access (FDMA) and time division multiple access (TDMA) is conducted for the considered system, from the perspective of average age of information (AoI). Aiming to minimize the maximum average AoI among all devices by jointly optimizing the resource allocation and passive beamforming. However, the formulated problem is difficult to solve due to the non-convex objective function and coupled variables. Thus, we propose an alternating optimization based algorithm by dividing the original problem into two sub-problems which can be efficiently solved. Simulation results show that TDMA can achieve lower AoI by exploiting the time-selective passive beamforming of IRS for maximizing the signal to noise ratio (SNR) of each device consecutively. Moreover, it also shows that as the length of information bits becomes sufficiently large as compared to the available bandwidth, the proposed FDMA transmission scheme becomes more favorable instead, due to the more effective utilization of bandwidth.

Index Terms—IRS, URLLC, FDMA, TDMA, AoI.

I. INTRODUCTION The strengthened ultra-reliable and low-latency communication (URLLC) proposed by 6G has more stringent requirements for reliability and latency to support services like Internet of Things (IoT) industry automation, self-driving car and telemedicine. Many of them require timely command information, for example, in IoT industry automation, command center will give command information according to its perception of current environment, and devices need to obtain latest command information for completing their works. However, due to the transmission delay, packet error, and other factors, the command information arrives with a lag time [1]. To evaluate the lag time of command information, a new metric named age of information (AoI) is proposed. Specifically, AoI is the interval from the generation time of command information to the current moment, which reflects the freshness of the current command information and thus the effectiveness of the operation [2].

To reduce the transmission time, command information are usually encoded into short packets at the transmitter, which however renders increased packet error rate (PER) at the

Yangyi Zhang, Xinrong Guan and Zhi Ji are with the College of Communications Engineering, Army Engineering University of PLA, Nanjing, 210007, China (e-mail: zhangyy146@163.com; guanxr@ieee.org). QingqingWu is with the Department of Electronic Engineering, Shanghai JiaoTong University, Shanghai 200240, China (e-mail: qingqingwu@sjtu.edu.cn).Yueming Cai is with the Ministerial Key Laboratory of JGMT, Nanjing University of Science and Technology, Nanjing 210094 (caiym@vip.sina.com). (Corresponding author: Xinrong Guan).

receiver due to the finite blocklength. To tackle the above challenge, [3] proposed to encode messages of different users into an enlarged length packet, [4] introduced the automatic repeat request (ARQ) into short packet communication system, while [5] proposed to exploit collaborative relay technology to increase the signal to noise ratio (SNR) via best relay selection. However, the combination of user messages [3] and retransmission of messages [4] both increase the transmission delay, while the scheme based on collaborative relay [5] renders additional power and hardware cost.

Recently, intelligent reflective surface (IRS) has attracted wide attention due to its potential of smartly reconfiguring the wireless environment and thus achieving high spectrumefficiency and energy-efficiency [6]. Specifically, IRS is a uniform planar metasurface composed of a large number of passive reflecting elements. By dynamically adjusting the reflection amplitude and/or phase of each element, IRS can achieve signal enhancement and interference suppression costeffectively [7]–[9]. Thanks to such capability, IRS can also be applied to improve reliability and data rate of short packet communication systems without causing additional latency and at low cost [10], [11]. However, the above works only focus on IRS-aided single user case, and cannot be straightforwardly extended to the IRS-aided multiuser URLLC systems, wherein the multiple access problem becomes extremely important but still remains unsolved.

Motivated by the above, we conduct a performance comparison between the IRS assisted frequency division multiple access (FDMA) and IRS assisted time division multiple access (TDMA) for the multiuser URLLC system. Specifically, aiming to minimize the maximum average AoI, the resource allocation and passive beamforming are jointly optimized for both schemes. Note that this work is different from that in [12], which was based on the conventional infinite blocklength assumption, only considered a two-user case and simply adopted an equal time/bandwidth allocation strategy. Simulation results show that the proposed TDMA design can achieve better AoI performance than the FDMA design via dynamically tuning the passive beamforming for maximizing the SNR of each device consecutively. However, it also shows that as the available bandwidth decreases or the length of information bits increases, FDMA may outperform TDMA because in this case the bandwidth becomes the bottleneck and thus optimizing bandwidth allocation is more effective.

II. SYSTEM MODEL AND PROBLEM FORMULATION A. Signal Model

As shown in Fig. 1, we consider an IRS-assisted URLLC system where an AP intends to transmit K short packets to

Fig. 1. IRS-assisted URLLC system.

a set of K devices, respectively, with the help of an IRS consisting of M reflecting elements. The baseband equivalent channels of the AP-device k link, AP-IRS link and IRS-device k link are denoted by h_{d,k}, h^H_{ar} ∈ C^{1×M} and h^H_{rk} ∈ C^{1×M} , respectively. Assume that all channels undergo quasi-static fading, i.e., the channel coefficient remains constant within each coherence block and varies independently among different coherence blocks. To characterize the performance limit, we assume that perfect channel state information (CSI) of all links is perfectly known at the AP, e.g., by applying some efficient channel estimation methods [9]. Assume that Φ = diag (v_1, v_2, · · · · · · , v_M ) represents the diagonal phase shift matrix of the IRS, where v_m = e^{jθm} , θ_m ∈ [0, 2π) represents the phase shift of the m-th IRS reflecting element [6]. As such, the composite AP-IRS-device k channel is then modeled as a concatenation of three components, namely, the AP-IRS link, IRS’s reflection with phase shifts, and IRS-device k link, i.e., h^H_{rk}Φh^∗_{ar}. The total available bandwidth, the length of each channel coherence block, the length of information bits for each device and the power spectrum density of the noise are denoted by B, T , D and σ^2_0 , respectively. And the transmission power of AP is assumed to be fixed as P .

B. FDMA Transmission Scheme

In FDMA transmission scheme, the AP communicates with the K devices simultaneously in each channel coherence block. Denoting the bandwidth and the power allocated to device k by B_k and P_{F k}, the signal received by device k is expressed as

y_{F k} = ( h_{d,k} + h^H_{rk}Φh^∗_{ar} ) √ P_{F k} s_k + n_{F k}, (1)

where s_k ∼ CN (0, 1) is the signal transmitted from AP to device k, n_{F k} ∼ CN ( 0, B_kσ^2_0 ) is the complex additive white Gaussian noise (AWGN). By denoting h_{ark} = diag ( h^H_{rk} ) h^∗_{ar} and v^H = [v_1, v_2, · · · · · · , v_M ], we have h^H_{rk}Φh^∗_{ar} = v^H h_{ark}. Thus, the SNR of device k is expressed as

γ_{F k} = P_{F k} | |h_{d,k} + vH h_{ark} | |^2

B_kσ^2_0

. (2)

The D bits information is encoded into a short packet with the blocklength of B_kT , thus the packet error rate at device k can be expressed as [13] ε_{F k} = Q ln (1 + γ_{F k}) − ln 2^D_{Bk T} √ 1 − (1 + γ_{F k})^{−2}/ √ B_kT , (3)

where Q (x) = ∫_{+∞} x 1√ 2π exp ( −^1_2 t^2 ) dt is complementary cumulative distribution function.

We consider the generate-at-will scheme for the generation of short packets for each device [14]. Assuming that AP generates packets immediately at the beginning of each coherence block, AoI refers to the interval from generation time of the latest valid packet to present moment. As shown in Fig. 2(a), taking the device 1 for example, AoI increases linearly over time until it successfully decodes a short packet. At this point, AoI is reset to T , as the latest valid packet was generated one coherence block ago.

Considering a long-term average of information freshness, average AoI is stable and suitable as a performance metric. According to [15], the average AoI of device k in FDMA scheme can be expressed as

Δ_{F k} = T 2 ( 2 1 − ε_{F k} + 1 ) . (4)

Our goal is to minimize the maximum average AoI among all devices by jointly optimizing the power/bandwidth allocation and passive beamforming. Thus, the optimization problem can be formulated as

(P1) : min

B_k ,P_{F k} ,v max {¯ Δ_{F k} |k = 1, 2, · · · · · · , K } , (5a) s.t. K∑ k=1 B_k = B, (5b) K∑ k=1 P_{F k} = P, (5c) |v_m| = 1, ∀m. (5d) C. TDMA Transmission Scheme

In TDMA transmission scheme, the AP sends short packets to each device consecutively in each coherence block, while the time slot allocated to device k is denoted by t_k. Thus, the signal received by device k is given by

y_{T k} = ( h_{d,k} + h^H_{rk}Φh^∗_{ar} ) √ P s_k + n_{T k}, (6)

where n_{T k} ∼ CN ( 0, Bσ^2_0 ) . Correspondingly, the SNR and the packet error rate can be respectively expressed as

γ_{T k} = P | h_{d,k} + v^H h_{ark} |_2 Bσ^2_0

, (7)

ε_{T k} = Q ln (1 + γ_{T k}) − ln 2^D_{Btk} √ 1 − (1 + γ_{T k})^{−2}/ √ Bt_k . (8)

AoI evolution in TDMA scheme is as shown in Fig. 2(b).

By denoting T_k =^k ∑ j=1 t_j , if device k successfully decodes

a short packet, corresponding AoI will be reset to T_k as it takes a time interval of T_k since the beginning of the latest

(a) (b)

Fig. 2. AoI evolution for (a) FDMA scheme and (b) TDMA scheme.

coherence block. Similarly, the average AoI of device k in TDMA scheme can be expressed as

Δ_{T k} = T 2 ( 2 1 − ε_{T k} − 1 ) + T_k. (9)

As a result, the optimization problem is formulated as (P2) : min_{tk ,v} max {¯ Δ_{T k} |k = 1, 2, · · · · · · , K } , (10a) s.t. K∑ k=1 t_k = T, (10b) |v_m| = 1, ∀m. (10c) Both (P1) and (P2) are difficult to solve due to the nonconvex objective functions and coupled variables. However, we notice that the resultant problems can be effectively solved when one of the resource allocation and passive beamforming are fixed. Therefore, we propose an alternating optimization based algorithm to solve (P1) and (P2), respectively.

III. PROPOSED SOLUTIONS A. FDMA Transmission Design

It can be seen from Eq. (4) that average AoI Δ_{F k} increases as the packet error rate ε_{F k}. Furthermore, the packet error rate ε_{F k} in Eq. (3) is a complementary cumulative distribution function and Q (x) is a decreasing function of x. So Δ_{F k} goes down as^{ln(1+γF k )−ln 2 DBk T}

√_{1−(1+γF k )−2 /√Bk T} goes up. Since we have √ 1 − (1 + γ_{F k})^{−2} ≈ 1, (P1) can be approximated as

(P3.1) :max_{Bk,v,} PF k min {√ B_kT ln (1+γ_{F k})−ln 2 D √ B_kT |∀k } , (11a)

s.t.(5b) − (5d). (11b)

1) Optimizing {B_k} for given {P_{F k}} and v: By denoting f_k (B_k) = √ B_kT ln (1+γ_{F k}) −ln 2^{D√}_{Bk T} , it can be observed that f_k (B_k) increases with B_k, thus (P3.1) can be converted to (P3.2) : max_{Bk} min {f_k (B_k) |∀k } , (12a) s.t. K∑ k=1 B_k = B. (12b)

To solve (P3.2), we resort to the following lemma.

Lemma 1. Assume that {B^∗_k } are the optimal solutions of (P3.2), then there have f_1 (B^∗_1 ) = f_2 (B^∗_2 ) = · · · = f_K (B^∗_K ).

Proof: The equivalence can be verified by contradiction. If the equation in Theorem 1 did not work, then we have min {f_k (B^∗_k ) |∀k } ≠ max {f_k (B^∗_k ) |∀k }. By denoting f_i (B^∗_i ) = min {f_k (B^∗_k ) |∀k } and f_j ( B^∗_j ) = max {f_k (B^∗_k ) |∀k }, we can always find an ΔB satisfying f_i (B^∗_i + ΔB) = f_j ( B^∗_j − ΔB ) . It is easy to know that the scheme after adjusting the bandwidth is better than the original scheme, thus the hypothesis is not valid. ■ By denoting f_1 (B_1) = f_2 (B_2) = · · · = f_K (B_K ) = Λ, then we have B_k = f^{−1}_k (Λ). Substitute it into the constraint (12b), the optimized bandwidth allocation is then obtained.

2) Optimizing {P_{F k}} for given {B_k} and v: Let g_k (P_{F k} ) = √ B_kT ln (1 + γ_{F k}) − ln 2^{D√}_{Bk T} , we can find that g_k (P_{F k} ) increases with P_{F k}. Similar to the optimization of {B_k}, the optimal {P_{F k}} can be obtained.

3) Optimizing v for given {B_k} and {P_{F k}}: For ease of exposition, we rewrite | |h_{d,k} +vH h_{ark} | |^2 as |h_{d,k}|^2 + tr (RV),

where R = [ h_{ark}h^H_{ark} h_{ark}h^H_{d,k} h_{d,k}h^H_{ark} 0 ] , V = ~v~v^H , ~v = [ v t ] and |t| = 1 is an auxiliary variable. Note that it follows V ≻_− 0 and rank(V) = 1. Since the rank-1 constraint is non-convex, we apply semidefinite relaxation (SDR) to relax this constraint. Specifically, by defining h_k (V) = √ B_kT ln ( 1+^{PF k}(^{|hd,k |2+tr(RV)})

B_k σ^2_0 ) −ln 2^{D√}_{Bk T} , (P3.1) can be converted to

(P3.3) : max_V min {h_k (V) |∀k } , (13a)

s.t.V ≻_− 0, (13b) V_{m,m} = 1, m = 1, · · · , M + 1. (13c)

Introducing a slack variable χ, (P3.3) can be equivalently written as (P3.4) : max_V χ, (14a) s.t.h_k (V) ≥ χ, ∀k, (14b) (13b), (13c). (14c)

Given a specific value for χ, (P3.4) is a standard convex semidefinite program (SDP) and can be solved by CVX. In order to find the maximum χ that satisfies the constraint (14b), the bisection search algorithm is adopted, which starts with the minimum value 0 and maximum value χ̄ = max {√ B_kT ln ( 1 +^{PF k(|hd,k |+|hark |)2} B_k σ^2_0 ) − ln 2^{D√}_{Bk T} |∀k } .

Algorithm 1 An alternating algorithm for solving (P1) 1: Initialization: Initialize i = 0 and input { {B_k}^{(i)}, {P_{F k}}^{(i)}, V^{(i)} } . 2: Repeat 3: For given {P_{F k}}^{(i)} and V^{(i)}, optimize {B_k}^{(i+1)}. 4: For given {B_k}^{(i+1)} and V^{(i)}, optimize {P_{F k}}^{(i+1)}. 5: For given {B_k}^{(i+1)} and {P_{F k}}^{(i+1)}, optimize V^{(i+1)}. 6: Let i ← i + 1.

7: Until the fractional increase of max { Δ_{F k} |∀k } is below a threshold.

A set of lower half or upper half interval is selected recursively based on CVX checking for further search until the interval length is tolerated.

4) Overall Algorithm: The overall algorithm for solving (P1) is given in Algorithm 1. As the objective value is not reduced in each iteration optimization process and there is an exact upper bound, Algorithm 1 always converges. If the obtained V is not of rank-1, we can get an approximation of v by Gaussian randomization as in [6].

B. TDMA Transmission Design

In TDMA scheme, each channel coherence block is divided into K time slots for devices, in each of which the AP transmits a short packet to the serving device with the help of IRS. Note that in this transmission mode, the reflecting coefficients of IRS elements are dynamically tuned during each coherence block for maximizing the SNR at each device consecutively (the so-called time-selective passive beamforming as in [12]), unlike remaining unchanged in the FDMA case.

1) Optimizing v for (P2): It can be seen from (8) and (9) that Δ_{T k} decreases with the increase of γ_{T k}. To maximize the γ_{T k}, the passive beamforming vector of device k is given by

v^H_k = [v_{k1}, v_{k2}, · · · · · · , v_{kM} ] , (15) where v_{km} = e^{jθkm} , θ_{km} = ∠h_{d,k} − ∠h^{(m)}_{ark} , ∠h_{d,k} is the phase of h_{d,k} and ∠h^{(m)}_{ark} is the phase of the m-th element of h_{ark}. As such,

γ^{max}_{T k} = P ( |h_{d,k}| +^M ∑ m=1 | |h^{(m)}_{ark} | | )_2

Bσ^2_0

. (16)

2) Optimizing {t_k} for (P2): As (P2) is non-convex, it is intractable to solve the problem directly. Thus, we use the principle of selecting the best to fill the weakness. Specifically, by setting t_1 = t_2 = · · · · · · = t_K = T/K, the initialized { Δ_{T k} |∀k } are thus obtained. We assume that the i-th and the j-th device achieves the maximum and minimum average AoI, respectively, i.e., Δ_{T i} = max { Δ_{T k} |∀k } and Δ_{T j} = min { Δ_{T k} |∀k } . Then, find a ΔT such that t_i = t_i + ΔT , t_j = t_j − ΔT , and thus Δ_{T i} = Δ_{T j} . Repeat the above procedure until the maximum average AoI no longer reduced. The detailed algorithm is summarized as in Algorithm 2.

IV. SIMULATION RESULTS Unless otherwise specified, the parameters are set as follows: the AP and the IRS are located at (0, 0) and (120, 30) in

Algorithm 2 Optimizing {t_k} algorithm for solving (P2)

1: Initialization: Initialize l = 0 and input {t_k}^{(l)}. 2: Repeat 3: Calculate { Δ_{T k} |∀k }_{(l)} , find the device i^{(l)} whose average AoI is max { Δ_{T k} |∀k }_{(l)} and the device j^{(l)} whose average AoI is min { Δ_{T k} |∀k }_{(l)} . 4: Find a ΔT^{(l+1)} such that t^{(l+1)}_i = t^{(l+1)}_i + ΔT^{(l+1)}, t^{(l+1)}_j = t^{(l+1)}_j − ΔT^{(l+1)}, and thus Δ^{(l+1)}_{T i} = Δ^{(l+1)}_{T j} .

5: Let l ← l + 1.

6: Until the fractional decrease of max {¯ Δ_{T k} |∀k } is below a threshold.

meter (m), respectively, while the K = 5 devices are randomly distributed in a circle with the centre and radius are set as (120, 0) and R = 10 m. The channel between arbitrary two nodes is represented by h = √ L_0d^{−α}g, where L_0 = −30 dB is path loss at the reference distance d_0 = 1 m, d denotes the distance, α denotes the corresponding path loss exponent and g is the small-scale fading component. Considering that IRS can be flexibly deployed at a place with less scattering environment and thus we set α_1 = 3.5 and α_2 = α_3 = 2.5 for the path loss exponent of AP-device link, AP-IRS link and IRS-device link, respectively. We assume that the transmission power of the AP is P = 0 dBm, the number of reflecting elements in IRS is M = 80, while the total available bandwidth, the length of each channel coherence block, the length of information bits for each device and the power spectrum density of the noise are set as B = 1 MHz, T = 1 ms, D = 600 bits and σ^2_0 = −168 dBm/Hz, respectively. In addition to the proposed two designs (FDMA, Proposed) and (TDMA, Proposed), the equal time/bandwidth allocation strategy in [12] (FDMA, Equal [12]) and (TDMA, Equal [12]) are also adopted for performance comparison.

Fig.3(a) plots the maximal average AoI versus the number of reflecting elements, M. It is observed that via optimizing the resource allocation, the proposed designs outperform the benchmarks in [12], wherein the time/frequence resource are equally allocated to the users. Moreover, it shows that the TDMA transmission scheme achieves lower AoI than the FDMA scheme. This is as expected because in the former case the SNR of the currently scheduled device can be maximized via dynamically adjusted IRS passive beamforming, which thus achieves lower PER for each device. It also should be noted that as the number of IRS elements increases, the performance gap between our proposed design and the benchmarks becomes smaller and then approaches zero. This is because as M increases, the passive beamforming gain and thus the SNR of each packet is sufficiently large for approximately achieving error-free transmission, which renders the optimization of time/bandwidth allocation unnecessary.

Fig.3(b) shows the maximum average AoI versus the total bandwidth, B. Similarly, it is observed the proposed designs achieve better AoI performance than the equal time/bandwidth allocation schemes as in [12]. More interestingly, it shows that for the case when the total bandwidth is small, the proposed

(a) The maximum average AoI versus the number of reflecting elements.

(b) The maximum average AoI versus the total available bandwidth.

(c) The maximum average AoI versus the length of information bits.

Fig. 3. Performance comparison of the proposed designs and benchmarks.

FDMA transmission scheme even outperforms the proposed TDMA one, i.e., the latter is not always more favourable as shown in Fig. 3(a). This is because when frequency resource is extremely limited, optimizing the bandwidth allocation is more efficient than dynamically adjusting the passive beamforming for improving the performance of the worst user. However, as the bandwidth increases, such performance gain becomes marginal, while the time-varying passive beamforming associated with each scheduled user is more useful, and thus the proposed TDMA transmission scheme outperforms the FDMA one. Even more, as B increases up to sufficiently large (e.g., 1000 KHz as in the considered setup), both benchmark schemes achieve almost the same AoI performance as our proposed design. This is because in this case the AP has sufficient bandwidth to encode each device’s packet, of which the blocklength is sufficiently long and thus the PER approaches 0, even without optimizing the time/bandwidth allocation.

Fig.3(c) shows the maximum average AoI versus the length of information bits for each device, D. It is first observed that when the length of information bits is small, all considered four schemes achieves almost the same maximum average AoI. The reason is that the blocklength in this case is sufficient large as compared to the limited information bits, and thus almost 0 PER is achieved. However, as the length of information bits increases, owing to the optimized resource allocation, our proposed schemes outperforms the benchmark ones and the performance gap enlarges. Moreover, as D increases up to larger than 850 bits, the proposed FDMA design outperforms the proposed TDMA design. This reveals that when bandwidth becomes a bottleneck for encoding such large information bits, optimizing the bandwidth allocation is more effective than dynamically adjusting the passive beamforming for decreasing the PER of the worst device.

V. CONCLUSIONS

In this correspondence, we investigated the downlink multidevice URLLC system assisted by IRS, wherein the FDMA and TDMA transmission schemes are compared from the perspective of maximum average AoI. Specifically, an alternating optimization based algorithm was proposed to minimize the maximal average AoI by jointly optimizing resource allocation and reflective beamforming. In the future work, a more comprehensive comparison with other typical multiple access schemes will be conducted.

REFERENCES

[1] B. Yu, X. Chen, and Y. Cai, “Age of information for the cellular internet of things: Challenges, key techniques, and future trends,” IEEE Commun. Mag., vol. 60, no. 12, pp. 20-26, 2022.

[2] C. Kam, S. Kompella, G. D. Nguyen, J. E. Wieselthier, and A.

Ephremides, “On the age of information with packet deadlines,” IEEE Trans. Information Theory, vol. 64, no. 9, pp. 6419-6428, 2018.

[3] J. Park, J.-P. Hong, W. Shin, and S. Kim, “Performance analysis of distributed antenna system for downlink ultrareliable low-latency communications,” IEEE Syst. J., vol. 15, no. 1, pp. 518-525, 2021.

[4] M. Xie, J. Gong, and X. Ma, “Age-energy tradeoff of short packet based transmissions in multicast networks with ARQ,” 2020 IEEE 91st Veh. Technol. Conference (VTC2020-Spring), 2020, pp. 1-5.

[5] L. Zhang and Y.-C. Liang, “Average throughput analysis and optimization in cooperative IoT networks with short packet communication,” IEEE Trans. Veh. Technol., vol. 67, no. 12, pp. 11549-11562, 2018.

[6] Q. Wu, and R. Zhang, “Intelligent reflecting surface enhanced wireless network via joint active and passive beamforming,” IEEE Trans. Wireless Commun., vol. 18, no. 11, pp. 5394-5409, Nov. 2019.

[7] Q. Wu, X. Guan, and R. Zhang, “Intelligent reflecting surface-aided wireless energy and information transmission: An overview,” Proc. IEEE, vol. 110, no. 1, pp. 150-170, 2022.

[8] G. Chen, Q. Wu, C. He, W. Chen, J. Tang, and S. Jin, “Active IRS aided multiple access for energy-constrained IoT systems,” IEEE Trans. Wireless Commun., vol. 22, no. 3, pp. 1677-1694, Mar. 2023.

[9] X. Guan, Q. Wu, and R. Zhang, “Anchor-assisted channel estimation for intelligent reflecting surface aided multiuser communication,” IEEE Trans. Wireless Commun., vol. 21, no. 6, pp. 3764-3778, 2022.

[10] H. Ren, K. Wang and C. Pan, ”Intelligent Reflecting Surface-Aided URLLC in a Factory Automation Scenario,” in IEEE Transactions on Communications, vol. 70, no. 1, pp. 707-723, Jan. 2022.

[11] H. Ren, C. Pan, and K. Wang, “Average data rate and decoding error probability analysis for IRS-aided URLLC in a factory automation scenario,” 2021 IEEE/CIC International Conference on Commun. in China (ICCC Workshops), 2021, pp. 177-182.

[12] B. Zheng, Q. Wu, and R. Zhang, “Intelligent reflecting surface-assisted multiple access with user pairing: NOMA or OMA?” IEEE Commun. Lett., vol. 24, no. 4, pp. 753-757, 2020.

[13] Y. Polyanskiy, H. V. Poor, and S. Verdu, “Channel coding rate in the finite blocklength regime,” IEEE Trans. Inf. Theory, vol. 56, no. 5, pp. 2307-2359, 2010.

[14] S. Leng and A. Yener, “Age of information minimization for an energy harvesting cognitive radio,” IEEE Trans. on Cognitive Commun. and Networking, vol. 5, no. 2, pp. 427-439, 2019.

[15] B. Yu, Y. Cai, and D. Wu, “Joint access control and resource allocation for short-packet-based mMTC in status update systems,” IEEE J. Sel. Areas Commun., vol. 39, no. 3, pp. 851-865, 2021.