arXiv:1303.3945v1 [cs.DS] 16 Mar 2013

Computing convolution on grammar-compressed text

Toshiya Tanaka, Tomohiro I, Shunsuke Inenaga,

Hideo Bannai, and Masayuki Takeda

Department of Informatics, Kyushu University, Fukuoka 819-0395, Japan {toshiya.tanaka,tomohiro.i,inenaga,bannai,takeda}@inf.kyushu-u.ac.jp

Abstract

The convolution between a text string S of length N and a pattern string P of length m can be computed in O(N log m) time by FFT. It is known that various types of approximate string matching problems are reducible to convolution. In this paper, we assume that the input text string is given in a compressed form, as a straight-line program (SLP), which is a context free grammar in the Chomsky normal form that derives a single string. Given an SLP S of size n describing a text S of length N, and an uncompressed pattern P of length m, we present a simple O(nm log m)-time algorithm to compute the convolution between S and P . We then show that this can be improved to O(min{nm, N − α} log m) time, where α ≥ 0 is a value that represents the amount of redundancy that the SLP captures with respect to the length-m substrings. The key of the improvement is our new algorithm that computes the convolution between a trie of size r and a pattern string P of length m in O(r log m) time.

1 Introduction

String matching is a task of find all occurrences of a pattern of length m in a text of length N. In various fields of computer science such as bioinformatics, image analysis and data compression, detecting approximate occurrences of a pattern is of great importance. Fischer and Paterson [8] found that various approximate string matching problems can be solved efficiently by reduction to convolution, and many studies have followed since. For instance, it was shown in [8] that the string matching problem with don’t cares can be solved in O(N log m log σ) time, where σ is the alphabet size. This was later improved to O(N log m) time [6, 5]. An O(N √ m log m)-time algorithm for computing the Hamming distances between the pattern and all text substrings of length m was proposed in [1].

Many, if not all, large string data sets are stored in a compressed form, and are later decompressed in order to be used and/or analyzed. Compressed string processing (CSP) arose from the recent rapid increase of digital data, as an approach to process a given compressed string without explicitly decompressing the entire string. A lot of CSP algorithms have been proposed in the last two decades, which improve on algorithms working on uncompressed strings, both in theory [15, 7, 14, 10] and in practice [19, 12, 13].

The goal of this paper is efficient computation of the convolution between a compressed text and an uncompressed pattern. In this paper, we assume that the input string is represented by a straight-line program (SLP), which is a context free grammar in the Chomsky normal form that derives a single string. It is well known that outputs of various grammar based compression algorithms [17, 16], as well as those of dictionary compression algorithms [23, 21, 22, 20], can be regarded as, or be quickly transformed to, SLPs [18]. Hence, algorithmic research working on SLPs is of great significance. We present two efficient algorithms that compute the convolution between an SLPcompressed text of size n and an uncompressed pattern of length m. The first one runs in O(nm log m) time and space, which is based on partial decompression of the SLP-compressed text. Whenever nm = o(N), this is more efficient than the existing FFT-based O(N log m)-time algorithm for computing the convolution of a string of length N and a pattern of length m. However, in the worst case n can be as large as O(N). Our second algorithm deals with such a case. The key is a reduction of the covolution of an SLP and a pattern, to the convolution of a trie and a pattern. We show how, given a trie of size r and pattern of length m, we can compute the convolution between all strings of length m in the trie and the pattern in O(r log m) time. This result gives us an O(min{nm, N − α} log m)-time algorithm for computing the convolution between an SLP-compressed text and a pattern, where α ≥ 0 represents a quantity of redundancy of the SLP w.r.t. the substrings of length m. Notice that our second method is at least as efficient as the existing O(N log m) algorithm, and can be much more efficient when a given SLP is small. Further, our result implies that any string matching problems which are reducible to convolution can be efficiently solved on SLP-compressed text.

1.1 Related work

In [9], an algorithm which computes the convolution between a text and a pattern, using Lempel-Ziv 78 factorization [23], was proposed. Given a text of length N and a pattern of length m, the algorithm in [9] computes the convolution in O(N +mL) time and space, where L is the number of LZ78 factors of the text. The authors claimed that L = O(^N_{log N} h), where 0 ≤ h ≤ 1 is the entropy of the text. However, this holds only on some strings over a constant alphabet, and even on a constant alphabet there exist strings with L = O(^N_{log N} ) [7]. Moreover, when the text is drawn from integer alphabet Σ = [1, N], then clearly L = Θ(N). In this case, the algorithm of [9] takes at least O(mN) time (excluding the time cost to compute the LZ78 factorization). Since the LZ78 encoding of a text can be seen as an SLP, and since the running time of our algorithm is independent of the alphabet size, this paper presents a more efficient algorithm to compute the convolution on LZ78-compressed text over an integer alphabet. Furthermore, our algorithm is much more general and can be applied to arbitrary SLPs.

2 Preliminaries

2.1 Strings

Let Σ be a finite alphabet. An element of Σ^∗ is called a string. The length of a string S is denoted by |S|. The empty string ε is a string of length 0, namely, |ε| = 0. For a string S = XY Z, X, Y and Z are called a prefix, substring, and suffix of S, respectively. The i-th character of a string S is denoted by S[i], where 1 ≤ i ≤ |S|. For a string S and two integers 1 ≤ i ≤ j ≤ |S|, let S[i : j] denote the substring of S that begins at position i and ends at position j.

Our model of computation is the word RAM: We shall assume that the computer word size is at least log_2 |S|, and hence, standard operations on values representing lengths and positions of string S can be manipulated in constant time. Space complexities will be determined by the number of computer words (not bits).

2.2 Convolution

Let V_S and V_P be two vectors on some field whose lengths are N and m, respectively, with m ≤ N. The convolution C between V_S and V_P is defined by C[i] = m∑ j=1 V_P [j] · V_S [i + j − 1] (1)

for 1 ≤ i ≤ N − m + 1. It is well-known that the vector C can be computed in O(N log m) time by FFT. The algorithm samples V_S at every (km + 1)-th position of V_S for 0 ≤ k ≤ ⌊^N_m ⌋. For each sampled position the algorithm is able to compute the convolution between the subvector V_S [km + 1 : (k + 2)m] of length 2m and V_P in O(m log m) time, and therefore the whole vector C can be computed in a total of O(N log m) time.

We can solve several types of approximate matching problems for a text S of length N and a pattern P of length m, by suitably mapping characters P [j] and S[i + j − 1] to numerical values. For example, let ϕ_a(x) = 1 if x = a and 0 otherwise, for any a ∈ Σ, then ∑ a∈Σ ∑_m j=1 ϕ_a(P [j]) · ϕ_a(S[i + j − 1]) represents the number of matching positions when the pattern is aligned at position i of the text. Consequently, the Hamming distances of the pattern and the text substrings for all positions 1 ≤ i ≤ N − m + 1 can be computed in a total of O(|Σ|N log m) time, by computing convolution using mappings ϕ_a for all a ∈ Σ and summing them up, which is a classic result in [8].

For convenience, in what follows we assume strings S and P on integer alphabet, and consider convolution between S and P .

2.3 Straight Line Programs

A straight line program (SLP) is a set of assignments S = {X_1 → expr_1, X_2 → expr_2, . . . , X_n → expr_n}, where each X_i is a variable and each expr_i is an expression, where expr_i = a (a ∈ Σ), or expr_i = X_{ℓ(i)}X_{r(i)} (i > ℓ(i), r(i)). It is essentially

Figure 1: The derivation tree of SLP S = {X_1 → a, X_2 → b, X_3 → X_1X_2, X_4 → X_1X_3, X_5 → X_3X_4, X_6 → X_4X_5, X_7 → X_6X_5}, representing string S = val (X_7) = aababaababaab.

a context free grammar in the Chomsky normal form, that derives a single string. Let val(X_i) represent the string derived from variable X_i. To ease notation, we sometimes associate val (X_i) with X_i and denote |val (X_i)| as |X_i|, and val (X_i)([u : v]) as X_i([u : v]) for any interval [u : v]. An SLP S represents the string S = val(X_n). The size of the program S is the number n of assignments in S. Note that |S| can be as large as Θ(2^n). However, we assume as in various previous work on SLP, that the computer word size is at least log_2 |S|, and hence, values representing lengths and positions of S in our algorithms can be manipulated in constant time.

The derivation tree of SLP S is a labeled ordered binary tree where each internal node is labeled with a non-terminal variable in {X_1, . . . , X_n}, and each leaf is labeled with a terminal character in Σ. The root node has label X_n. Let V denote the set of internal nodes in the derivation tree. For any internal node v ∈ V, let ⟨v⟩ denote the index of its label X_{⟨v⟩}. Node v has a single child which is a leaf labeled with c when (X_{⟨v⟩} → c) ∈ S for some c ∈ Σ, or v has a left-child and right-child respectively denoted ℓ(v) and r(v), when (X_{⟨v⟩} → X_{⟨ℓ(v)⟩}X_{⟨r(v)⟩}) ∈ S. Each node v of the tree derives val(X_{⟨v⟩}), a substring of S, whose corresponding interval itv(v), with S(itv(v)) = val(X_{⟨v⟩}), can be defined recursively as follows. If v is the root node, then itv (v) = [1 : |S|]. Otherwise, if (X_{⟨v⟩} → X_{⟨ℓ(v)⟩}X_{⟨r(v)⟩}) ∈ S, then, itv(ℓ(v)) = [b_v : b_v + |X_{⟨ℓ(v)⟩}| − 1] and itv (r(v)) = [b_v + |X_{⟨ℓ(v)⟩}| : e_v], where [b_v : e_v ] = itv(v).

For any interval [b : e] of S(1 ≤ b ≤ e ≤ |S|), let ξ_S (b, e) denote the deepest node v in the derivation tree, which derives an interval containing [b : e], that is, itv(v) ⊇ [b : e], and no proper descendant of v satisfies this condition. We say that node v stabs interval [b : e], and X_{⟨v⟩} is called the variable that stabs the interval. If b = e, we have that (X_{⟨v⟩} → c) ∈ S for some c ∈ Σ, and itv(v) = b = e. If b < e, then we have (X_{⟨v⟩} → X_{⟨ℓ(v)⟩}X_{⟨r(v)⟩}) ∈ S, b ∈ itv(ℓ(v)), and e ∈ itv(r(v)). Theorem 1 ([4]). Given an SLP S = {X_i → expr_i}^n_{i=1}, it is possible to pre-process S in O(n) time and space, so that for any interval [b : e] of S, 1 ≤ b ≤ e ≤ N, its stabbing variable X_{⟨ξS (b,e)⟩} can be computed in O(log N) time.

SLPs can be efficiently pre-processed to hold various information. |X_i| can be computed for all variables X_i(1 ≤ i ≤ n) in a total of O(n) time by a simple dynamic programming algorithm. Also, the following lemma is useful for partial decompression of a prefix of a variable.

Lemma 1 ([11]). Given an SLP S = {X_i → expr_i}^n_{i=1}, it is possible to pre-process S in O(n) time and space, so that for any variable X_i and 1 ≤ q ≤ |X_i|, the prefix of val(X_i) of length q, i.e. val(X_i)[1 : q], can be computed in O(q) time.

2.4 Problem

In this paper we tackle the following problem.

Problem 1. Given an SLP S = {X_i → expr_i}^n_{i=1} describing a text S and an uncompressed pattern P of length m, compute a compact representation of the convolution C between S and P .

By “compact representation” above, we mean a representation of convolution C whose size is dependent (and polynomial) on n and m, and not on N = |S|. In the following sections, we will present our algorithms to solve this problem. We will also show that given a position i of the uncompressed text S with 1 ≤ i ≤ N − m + 1, our representation is able to return C[i] quickly.

3 Basic algorithm

In this section, we describe our compact representation of the convolution C for a string S represented as an SLP S of size n and a pattern P of length m. Our representation is based on the fact that the value of the convolution depends only on the substrings of length m of S. We use compact representations of all substrings of length m of S, which were proposed in [12, 13].

For any variable X_j = X_ℓX_r, let t_j = suf (X_ℓ, m−1)pre(X_r, m−1). Namely, t_j is the substring of val(X_j ) obtained by concatenating the suffix of val(X_ℓ) of length at most m − 1, and the prefix of val (X_r) of length at most m − 1 (see also Figure 2). By the arguments of Section 2.3, there exists a unique variable X_j that stabs the interval [i : i + m − 1]. Hence, computing C reduces to computing the convolution between t_j and pattern P for all variables X_j .

Theorem 2. Given an SLP S of size n representing a string S of length N, and pattern P of length m, we can compute an O(nm)-size representation of convolution C for S and P in O(nm log m) time. Given a text position 1 ≤ i ≤ N − m + 1, our representation returns C[i] in O(log N) time.

Proof. Let t_j = suf (X_ℓ, m − 1)pre(X_r, m − 1) for any variable X_j = X_ℓX_r. Since |t_j | ≤ 2m − 2, we can compute each t_j in O(m) time by Lemma 1. We then compute the convolution between t_j and P in O(m log m) time using the FFT algorithm. Since there are n variables, it takes a total of O(nm log m) time and the total size of our representation is O(nm).

By Theorem 1 we can compute the stabbing variable in O(log N) time. It is also possible to compute in O(log N) time the text position corresponding to the node of the

Figure 2: Substring t_j of val (X_j ).

derivation tree of S representing the stabbing variable [3]. Thus C[i] can be answered in O(log N) time.

By a similar argument to Section 7 in [4], we obtain the following:

Theorem 3. Given a compact representation of the convolution between a string S and a pattern P described above, we can output the set occ of all approximate occurrences of P in S in O(|occ|) time.

4 Improved algorithm

The algorithm of the previous section is efficient when the given SLP is small, i.e., nm = o(N). However, n can be as large as O(N), and hence it can be slower than the existing FFT-based O(N log m)-time algorithm.

To overcome this, we use the following result:

Lemma 2 ([13]). For any SLP S of size n describing a text S of length N, there exists a trie T of size O(min{nm, N − α}) with α ≥ 0, such that for any substring Q of length m of S, there exists a directed path in T that spells out Q. The trie T can be computed in linear time in its size.

Here α is a value that represents the amount of redundancy that the SLP captures with respect to the length-m substrings, which is defined by α = ∑ {(vOcc(X_j ) − 1) · (|t_j | − (m − 1)) | |X_j | ≥ m, j = 1, . . . , n}, where vOcc(X_j ) denotes the number of times a variable X_j occurs in the derivation tree, i.e., vOcc(X_j ) = |{v | X_{⟨v⟩} = X_j }|.

By the above lemma, computing the convolution between an SLP-compressed string and a pattern reduces to computing the convolution between a trie and a pattern. In the following subsection, we will present our efficient algorithm to compute the convolution between a trie and a pattern.

Figure 3: Instance of input trie T .

Figure 4: The convolution between T and pattern 5 2 4 1 3. The value in each node is the value of the convolution for the node and the pattern. The nodes with depth less than |P | = 5 are left blank.

4.1 Convolution between trie and pattern

Here we consider the convolution between a trie T and a pattern P ∈ Σ^+. For any node v of T and a positive integer k, let str_T (v, k) be the suffix of the path from the root of T to v of length min{k, depth(v)}. The subproblem to solve is formalized as follows:

Problem 2. Given a trie T and a pattern P of length m, for all nodes v of T whose depth is at least m, compute C_T (v) = ∑_m j=1 str_T (v, m)[j]P [j].

Figure 3 illustrates an instance of Problem 2. Figure 4 shows the values of the convolution between the trie of Figure 3 and pattern 5 2 4 1 3.

Theorem 4. Problem 2 can be solved in O(r log m) time, where r is the size of T and m = |P |. Proof. Assume that the height of T is at least m since otherwise no computation is needed. We show how to compute C_T (v) in O(log m) amortized time for each node v ∈ T . We consider the long path decomposition such that T is decomposed into its longest path and a forest consisting of the nodes that are not contained in the longest path. We recursively apply the above decomposition to all trees in the forest, until each subtree consists only of a single path. Figure 5 shows the long path decomposition of the trie shown in Figure 3. It is easy to see that we can compute the long path

Figure 5: The long path decomposition of the trie shown in Figure 3.

decomposition in O(r) time. For each path, we compute the convolution by FFT. Let (w_1, w_2, . . . , w_d) be one of the long paths, where d is the number of nodes on the path.

• When d ≥ m: It is enough to compute the convolution between str_T (w_d, d + m−1) and P , which takes O((d+m−1) log m) time, i.e., O(^{(d+m−1)}_d log m) = O(log m) time per node.

• When d < m: The same method costs too much, i.e., O(^{(d+m−1)}_d log m) time per node, and thus we need a trick. The assumption that the height of T is at least m implies that w_1 is not the root of T since otherwise, the longest path in T would be (w_1, w_2, . . . , w_d), and d − 1(< m) would be the height of T , a contradiction. Consequently, from the definition of the long path decomposition, there must exist a path (not necessarily a long path) (z_1, z_2, . . . , z_d) such that w_1 ≠ z_1 and parent(w_1) = parent(z_1). For any 1 ≤ i ≤ d with depth(w_i) ≥ m, C_T (w_i) can be written as follows:

C_T (w_i) = m−d∑ j=1 str_T (w_i, m)[j]P [j] + m∑ j=m−d+1 str_T (w_i, m)[j]P [j]

= m−d∑ j=1 str_T (z_i, m)[j]P [j] + m∑ j=m−d+1 str_T (w_i, m)[j]P [j]

= C_T (z_i) − m∑ j=m−d+1 str_T (z_i, m)[j]P [j] + m∑ j=m−d+1 str_T (w_i, m)[j]P [j]

= C_T (z_i) − C^′_T (z_i) + C^′_T (w_i),

where C^′_T (v) = ∑_m j=m−d+1 str T (v, m)[j]P [j]. For all 1 ≤ i ≤ d, C ′ T (w_i) (resp. C^′_T (z_i)) can be computed in O((d + d − 1) log d) time by convolution between str_T (w_d, d + d − 1) (resp. str_T (z_d, d + d − 1)) and P [m − d + 1 : m]. Therefore, assuming that C_T (z_i) is already computed for all 1 ≤ i ≤ d, we can compute C_T (w_i) for all 1 ≤ i ≤ d in O(^{(d+d−1)}_d log d) = O(log m) time per node.

It follows from the above discussion that we can solve Problem 2 in O(r log m) time by computing values of convolution by the longest path first and making use of the result when encountering a short path whose length is less than m.

We obtain the main result of this paper:

Theorem 5. Given SLP S of size n representing a string S of length N, and pattern P of length m, we can compute an O(min{nm, N − α})-size representation of convolution C for S and P in O(min{nm, N − α} log m) time, where α ≥ 0. Given a text position 1 ≤ i ≤ N − m + 1, our representation returns C[i] in O(log N) time.

We note that a similar result to Theorem 3 holds for our O(min{nm, N − α})-size representation of convolution, and hence we can compute all approximate occurrences in time linear in its size.

5 Conclusions and future work

In this paper we showed how, given an SLP-compressed text of size n and an uncompressed pattern of length m, we can compute the convolution between the text and the pattern efficiently. We employed an O(min{nm, N − α})-size trie representation of all substrings of length m in the text, which never exceeds the uncompressed size N of the text. By introducing a new technique to compute the convolution between a trie of size r and a pattern of length m in O(r log m) time, we achieve an O(min{nm, N − α} log m)-time solution to the problem. A consequence of this result is that, for any string matching problem reducible to convolution, there exists a CPS algorithm that does not require decompression of the entire compressed string.

However, it is not yet obvious whether we can straightforwardly adapt an algorithm which also uses techniques other than convolution, such as the one in [2]. Future work of interest is to clarify the above matter, and to implement our algorithms and conduct experiments on highly compressible texts.

References

[1] Karl R. Abrahamson. Generalized string matching. SIAM J. Comput., 16(6):1039–1051, 1987.

[2] Amihood Amir, Moshe Lewenstein, and Ely Porat. Faster algorithms for string matching with k mismatches. J. Algorithms, 50(2):257–275, 2004.

[3] Hideo Bannai, Shunsuke Inenaga, and Masayuki Takeda. Efficient LZ78 factorization of grammar compressed text. In SPIRE, pages 86–98, 2012.

[4] Philip Bille, Gad M. Landau, Rajeev Raman, Kunihiko Sadakane, Srinivasa Rao Satti, and Oren Weimann. Random access to grammar-compressed strings. In Proc. SODA’11, pages 373–389, 2011.

[5] Peter Clifford and Raphaël Clifford. Simple deterministic wildcard matching. Inf.

Process. Lett., 101(2):53–54, 2007.

[6] Richard Cole and Ramesh Hariharan. Verifying candidate matches in sparse and wildcard matching. In STOC, pages 592–601, 2002.

[7] Maxime Crochemore, Gad M. Landau, and Michal Ziv-Ukelson. A subquadratic sequence alignment algorithm for unrestricted scoring matrices. SIAM J. Comput., 32(6):1654–1673, 2003.

[8] M.J. Fischer and M.S. Paterson. String matching and other products. Complexity of Computation, R.M. Karp (editor), SIAM-AMS Proceedings, 7:113–125, 1974.

[9] Valerio Freschi and Alessandro Bogliolo. A faster algorithm for the computation of string convolutions using LZ78 parsing. Inf. Process. Lett., 110(14-15):609– 613, 2010.

[10] Pawel Gawrychowski. Pattern matching in Lempel-Ziv compressed strings: Fast, simple, and deterministic. In Proc. ESA 2011, pages 421–432, 2011.

[11] Leszek Ga̧sieniec, Roman Kolpakov, Igor Potapov, and Paul Sant. Real-time traversal in grammar-based compressed files. In Proc. DCC’05, page 458, 2005.

[12] Keisuke Goto, Hideo Bannai, Shunsuke Inenaga, and Masayuki Takeda. Fast qgram mining on SLP compressed strings. In Proc. SPIRE’11, pages 278–289, 2011.

[13] Keisuke Goto, Hideo Bannai, Shunsuke Inenaga, and Masayuki Takeda. Speeding up q-gram mining on grammar-based compressed texts. In CPM, pages 220–231, 2012.

[14] Danny Hermelin, Gad M. Landau, Shir Landau, and Oren Weimann. A unified algorithm for accelerating edit-distance computation via text-compression. In Proc. STACS’09, pages 529–540, 2009.

[15] M. Karpinski, W. Rytter, and A. Shinohara. An efficient pattern-matching algorithm for strings with short descriptions. Nordic Journal of Computing, 4:172– 186, 1997.

[16] N. J. Larsson and A. Moffat. Offline dictionary-based compression. In Proc.

DCC’99, pages 296–305. IEEE Computer Society, 1999.

[17] C. G. Nevill-Manning, I. H. Witten, and D. L. Maulsby. Compression by induction of hierarchical grammars. In Proc. DCC’94, pages 244–253, 1994.

[18] Wojciech Rytter. Application of Lempel-Ziv factorization to the approximation of grammar-based compression. Theoretical Computer Science, 302(1–3):211–222, 2003.

[19] Yusuke Shibata, Takuya Kida, Shuichi Fukamachi, Masayuki Takeda, Ayumi Shinohara, Takeshi Shinohara, and Setsuo Arikawa. Speeding up pattern matching by text compression. In Proc. CIAC, pages 306–315, 2000.

[20] J.A. Storer and T.G. Szymanski. Data compression via textual substitution. Journal of the ACM, 29(4):928–951, 1982.

[21] T. A. Welch. A technique for high performance data compression. IEEE Computer, 17:8–19, 1984.

[22] J. Ziv and A. Lempel. A universal algorithm for sequential data compression.

IEEE Transactions on Information Theory, IT-23(3):337–349, 1977.

[23] J. Ziv and A. Lempel. Compression of individual sequences via variable-length coding. IEEE Transactions on Information Theory, 24(5):530–536, 1978.